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1 - SPECIAL ATTENTION TO USERS

This section lists evolutions or fixes which may typically generate regressions or unexpected
behavior compare to previous OneOS editions.

It is not intended to be a temporarily restrictions as listed in related section, but inform about OA
decisions to implement, extend, fix functionalities which may in some situation create regressions.

CURRENT
EDITION PR/FR COMMENTS
5.2R1E10_M1 | # 91892 ( partial mode only in E10_M1) | CLI not implemented yet, but ETSI
DTMF detection as "etsi" is only default mode removed
accessible through CLI ( no more
default as FR#83877 ) In the next versions the following
command will be implemented to
activate the ETSI RFC 2833
dtmf-detection-criterion { normal |
severe | large | ets }
PREVIOUS (<1 year)
EDITION PR/FR COMMENTS
5.2R1E7 #73491 The command 'aaa authentication login
New AAA authentication behavior when | default local' is not anymore accepted
the server is not reachable by the CLI, because the word “local” is
now a reserved word.
5.2R1E10 #91035 Missing of Send registrar
authenticate to SBC which request the
authentication
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2 - FEATURES

2.1 - New Features or new cli commands

« V5.2R1E10_M2

o Case #91302 Possibility to upgrade Quectel EC20 module with the new Quectel

Firmware
e V5.2R1E10 M1
0 Case #91892 ( Partial ) DTMF detection as "etsi" is only accessible through CLI
« V5.2RI1E10
0 Case #42272 Changes in SHDSL EOC inventory

Gshdsl EOC information used the first 12 bytes of vendor serial instead of
last 12.

0 Case #68035 Security - Useless ports are opened on LAN
Possibility to bind SNMP on interface
0 Case #78190 New Products PBX Plug 212 and PBX Plug 602 ( STEP 2)

0 Case #82309 802.1X WLAN authentication - support Radius server backup ( Except
One300)

New commands added:

show dotl1 statistics radius

0 Case #82590,87974 Static routing to default gateway received by DHCP

The “ip route CLI” is amended to support the keyword “dhcp”:

[no] ip route [vrf <vrf-name>] <destination><netmask> { <gateway> | <interface> | dhcp }

[<distance>][track <obj-id>]

o0 Case #83730 Alternate REGISTER in voice level

New commands added or modified:

dial-peer/voice/voip
change node registrar-index ?

registrar index <any, 0..5> any by default

o Case #83941, 86872, 86874 Ringing cadence in case of the ringing-back coming
from the line being on hold ( STEP 2)

New commands added or modified:
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voice-port

change node [no] modify-distinctive-ring

0 Case #84373 scp server and privileges ( STEP 1)

New commands added:

[no] ip scp server enable
[no] bind scp acl <acl-name>

[no] bind scp acl ipv6 <ipv6-acl>

The output of show running, show ip ssh and show bind scp were also modified due to

the introduction of these new commands

0 Case #84425 New Local parameter for Tacacs Authorization

CLI(configure)>aaa authorization command <level> [local] [default] {tacacs+| <group-name>}

[none]

0 Case #85212 Tacacs with 2 servers accounting timing issue.

When more than one Tacacs server is configured if a Tacacs server is found down

then it should not be contacted anymore.
0 Case #86396 R-6 Header P-Early-Media

New commands added or modified:

dial-peer/voice/voip

add node [no] sip-early-media

0 Case #86397 R-7 IP-PBX profile auto-configuration

New commands added or modified:

dial-peer/voice/voip
Add node [no] sip-ua-detection ?
regular expression of User-Agent checking
Add node validity ?

timeout in second from the range of 0 to 2592000

0 Case # 86831 R-12 Control of tronboning for Sip transfer

New commands added or modified:

dial-peer/voice/voip
Add node call-transfer ?

<default | local | relay> (default:default)
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sip-gateway
Add node call-transfer ?

call-transfer mode <local | relay> (default:relay)

sip-server
Add node call-transfer ?

call-transfer mode <local | relay> (default:relay)

0 Case #87136 BGP SNMP traps to include neighbor IP information
0 Case #88352 FXS hunt group improvements and name presentation

New commands added or modified:

voice-routing
Add node [no] hunting-cause ?

Add node add-cause Hunting route causes [01..7F] (MUST be set in
hexadecimal and comma separated)

Add node add-class  Hunting route class [0..7] (MUST be comma separated)

Add node remove-cause Remove hunting route causes [01..7F] (MUST be set in
hexadecimal and comma separated)

o Case #88898,89200,84480,84328 Wrong Interface total equal to 50000 kb/s for ATM
interface ( STEP 2)

0 Case #89869 Cli command "reg-dns-srv-retry-timeout" does not exist while "[no] reg-

dns-srv-retry-timeout" exists

New commands added or modified:

sip-gateway
Add node reg-dns-srv-retry-timeout ?
min minimum value for ramdom retry <0..32> [default:0]

max maximum value for ramdom retry <0..32> [default:0]

0 Case #90064,73491 CLI modified at startup - not understood after reboot & save (
STEP 3)

0 Case #90178 new MIB related to NBAR protocol

« V5.2RI1E9
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0 Case #75535 SIP Session Timer feature (RFC4028) : private management extension

New commands added or modified:

dial-peer/voice/voip
node sip-session-refresh

add optional parameter <rfc4028|private>

sip-gateway
node sip-session-refresh

add optional parameter <rfc4028|private>

sip-server

node sip-session-refresh

add optional parameter <rfc4028|private>

0 Case #81797 Change mode protocol on ISDN BRI interface without shutting down

New commands added or modified:

show/voice

add node vifbri

0 Case #82916,84869 EEM - Support for variable substitution in input for Action CLI
0 Case #83049 Bridge to native VLAN and VLAN 7 in ATM-AALS5 IF at the same time
0 Case #83302 No media channel opened for SIP/182 Queued

New commands added or modified:

dial-peer/voice/voip
node force-prack
parameter only-in-message
add 2 type in enumerate: 181=3|182=4
dial-peer/voice/voip

add node [no] sip-sdp-on-182

0 Case #83658 Regex on all CLI output

0 Case #83689 WPR/NAC feature improvements - ARP-PING dhcp release must

7
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release NAC IP session

0 Case #83697 WPR/NAC feature improvements - NAC "filter-id" must be mapped to a

class-map

0 Case #83941 Ringing cadence in case of the ringing-back coming from the line being
on hold ( STEP 1)

New commands added or modified:

voice-port
add node [no] distinctive-ring

add node [no] modify-distinctive-ring

o0 Case #84013 Codec negotiation in “enhanced back-2-back” mode should avoid DSP
usage (STEP 1)

New commands added or modified:

dial-peer/voice/voip

add node [no] sip-b2b-symetric-codec

0 Case #84144 outbound proxy failover not compliant with Telstra standards

New commands added or modified:

sip-gateway
node fqdn-resolution-protocol

change parameter ttl <ttl|no-ttl|bkup-ttl>

debug/voice

add node sip-dns-srv

sip-gateway

add [no] node dns-srv-resolution

sip-gateway

add no reg-dns-srv-retry-timeout

0 Case #84258 SIP - Support of G.722 codec

New commands added or modified:
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h323-gateway/bandwidth-control

update parameter initial-rate <g729ab=1|g711a=4|g711u=5|g726r32=6|clear-channel=11>

sip-gateway/bandwidth-control

update parameter initial-rate <g729ab=1|g711a=4|g711u=5|g726r32=6|clear-channel=11>

sip-server/bandwidth-control

update parameter initial-rate <g729ab=1|g711a=4|g711u=5|g726r32=6|clear-channel=11>

voip-coder-profil

node codec

update parameter coder <g729ab=1|g711a=4|g711u=5|g726r32=6|clear-channel=11>

o0 Case #84480,84328 Show policy_interface isn't displaying the details if the protocol
port is down ( STEP 1)

0 Case #84843 Use of Route-Map in Distribute-list for all routing protocol
0 Case #84869 Possibility to use variable in EEM in CLI command action
o Case #85387,86460,86562,86858 Logging ssh dsa key generation

0 Case #85629 R-8 SIP UA concatenation

New commands added or modified:

sip-gateway

add node no user-agent

sip-gateway
node user-agent
node include
add node concatenate
node hostname
add node concatenate

node manufacturer
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add node concatenate

node string

add node concatenate

(0]

Case #85633,86070 IBC config = Idap-server parameters are missing (similar issue
as 85596 )

New commands added or modified:

debug/voice

node sip-pkt-capture

add parameter filter

16|all=0xFFFFFFFF>

0 Case #85676 Prevention of manual reboot if firmware not found

0 Case #85919 customized release for big Notify messages in SBC nano

0 Case #87503,87316 Support for 1Gbps RAD Smart SFP modules.

0 Case #87775 Add possibility to capture Virtual Ethernet (psmart services) and thus
4G flow

0 Cases #87963,73491 CLI modified at startup - not understood after reboot & save (
STEP 2)

o0 Case #88136,76898 Radius messages are routed from WAN interface instead of
loopback ( STEP 2).

V5.2R1ES8

0 Case #68008 Logging process to save boot sequence warning and errors ( STEP 1)

0 Case #76425 ESM flag support requested for LTE.

0 Case #77610 IBC on One540 for up to 50 users

0 Case #79193 [SIPConnect] R56-e Work Package Phase 3 : SIP Connect 1.1

New commands added:

voice-global/sip-proxy-options
add node [no]b2b_rfc3325

(0]

(0]

Case #80271 [SIPConnect] R130 Work Package Phase 6 : Call Forwarding feature -
SIP Connect CR0O1

Case #80273 [SIPConnect] R101..105 Work Package Phase 6 : Hold/Retrieve

Software Release Note
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feature - SIP Connect CRO1

New commands added/changed :

dial-peer/voice/voip
change node trunk_grp
add parameter trunk-type <tgrp|otg>

add parameter in <from|pai|both> [default=none]

sip-gateway
add node hold_retrieve

parameter mode <local|relay> [default:local]

sip-server
add node hold_retrieve

parameter mode <local|relay> [default:local]

o Case #80626,85078 Connect-timer CLI command enhancements and wrong

implemented release cause for Not answered outgoing call

New commands added/changed :

sip-gateway
bye_timer
connect_timer
invite_response_timer

change parameter duration <0..24 hours> [default=0 no limit]

0 Case #81644 Problem deactivating sip-tls in sip-gateway

New commands added:

sip-gateway

add node no sip-tls

sip-server

add node no sip-tls

o0 Case #81833 "[VQM] R-4 Add-on - SIP user agent (from the SIP ?User agent? or the

?Server? headers) "

New commands added:

sip-server
add node server
exclude
include
hostname
manufacturer

string

Software Release Note

11




o Case #81994 SNMPv3 + ACL IPv6

0 Case #82144 EEM applet time limitation can be modified by CLI (by default set to
20s)

0 Case #82485 Behavior change: SIP NAT activation on All interfaces is no more as

default - but activated with CLI. Default is now voice-related interface

New commands added:

voice-global/sip

add parameter nat interface <defaultjany> [default=default]

0 Case #82745 Add LTE interface to the One525 + integration of the Sierra Wireless
MC7455.

0 Case #82879 CLI command <voip> dtmf-relay not in accordance with User Guide

New commands added/changed:

dial-peer/voice/voip

change node dtmf-relay help

0 Case #83000 Support the use of REGEX with expanded ip community-list
0 Case #83104 Support of "OTG" for SIP Trunking

New commands added:

dial-peer/voice/voip
add node hold_retrieve

parameter mode <default|local|relay> [default:default]sip-server

0 Case #83157 OS upgrade case sensitive - no warning generate if file name doesn't

match
0 Case #83241 Package OneVolP for low cost PRI ( STEP 1)
0 Case #83246 Cache forwarding for ONE270/700
0 Case #83284 Radius attribute containing IP address of connecting user
0 Case #83600 Support of 4G on ONE2510
0 Case #84213 wrong polarity inversion in RINGBACK and remote on-hook

New commands added/changed:

voice-port
change node polarity-inversion

add parameter ringing-included

Software Release Note
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o0 Case #85074 Enable for compatibiliy, RIP timers configuration with values as "10 30
30 120" - which should be theoritically refused

o0 Case #85352 Wrong default values for CLI command "call-forwarding”" under SIP-

gateway and SIP-Server entities

V5.2R1E7

0 Case #68553 Configuration of dialer's link-local IPv6 address AND/OR the interface
identifier

o Cases #73491,83162,71572,71686,83390 New AAA authentication behavior when

the server is not reachable ( STEP 1)

o0 Case #76837 Increase Router protection for low memoy- Case with large # of Routes
- Phase 2.2 - OSPF

0 Case #76898 Web Portal Redirection and Network Access Control (NAC) required
for WiFi HotSpot use case (STEP 1)

0 Case #77439 availability of "silent start" as described in ITU REC G.986
o Case #77767 IBC: impossible to move a legacy-subscriber to a Sip-subscriber
0 Case #78391 Support the router preference option in IPv6-RA

o Case #80626,85078 Connect-timer CLI command enhancements and wrong

implemented release cause for Not answered outgoing call
o0 Case #80896 CFU call forwarding
0 Case #81644 Problem deactivating sip-tls in sip-gateway

New commands added:

sip-gateway

add node [no] sip_tls

sip-server

add node [no] sip_tls

0 Case #82423,80101 Support of Dual GE Uplinks on ONE1560

0 Case #83104 Support of "OTG" for SIP Trunking

- dial-peer/voice/voip/trunk-group
(voip)>trunk-group ?

<tgrp-name> - Set the label of the tgrp or otg trunk group

Software Release Note
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(voip)>trunk-group toto ?
<trunk-type> - Set the type of the trunk group <tgrp | otg>

(voip)>trunk-group toto otg ?

context - Set the label <trunk-context> of the tgrp trunk group

<msg-type> - Set the impacted messages by tgrp trunk-group {All | Register} -
default = All

in - Set the impacted header by otg trunk-group {from | pai |both} -

default = none

<cr>

0 Case #83223 Problem with Call-ID longer then 128 byte

Call-ID length is extended to 250 bytes.

0 Case #83309 Usernames longer than 15 charac. rejected in telnet
V5.2R1E6

0 Case #49873 CLI configuration over TR-069 : new CWMP Vendor Specific
parameter/RPC. (Cisco-Like)

0 Case #68038 New CLI snmp-server tftp-server-list <ACL>

New command added:

snmp-server tftp-server-list <ACL>

0 Case #71166 Interoperability with Cisco TACACS + Service

0 Case #71313 DHCP - sub option 43.1 length verification

0 Case #73408 SIP status code change request: 480 to 486 and 500 to 480
0 Case #74403 First Messages of Critical applications not prioritized

New option added to the following commands:

CLI(ip-acl-ext)> permit tcp <source-address> <source-wildcard> [<source-portl> <source-
port2>]] <dest-address> <dest-wildcard> [dest-portl [<dest-port2>]] [syn| ack | fin | urg]

CLl(ip-acl-ext)> deny tcp <source-address> <source-wildcard> [<source-portl>[<source-
port2>]]<dest-address> <dest-wildcard> [<dest-portl> [<dest-port2>]][syn | ack | fin | urg]

0 Case #75030 LBB4G 4G signal quality

The definition of threshold for each of the four leds will be configured by the following CLI :

...... signal-quality { 2g | 3g | 49 } { rssi | rsrp } <poor> <fair> <good> <excellent>

The default values will be sey by the following CLI:

..... default signal-quality { 2g | 39 | 49 }

Software Release Note

14




Default Values :
signal-quality 2g rssi -111, -95, -85, -75
signal-quality 3g rssi-111, -105, -99, -89
signal-quality 4qg rsrp -140, -120, -105, -90
0 Case #76363 IPv6 - Valid and prefered lifetimes of delegated prefixes are too long

and ignore the lifetime given from WAN side.

o Case #76367 IPv6 - Router lifetime is not set to 0 (RFC 7084) when the WAN -

PPPoE link is down for unknown reason

o0 Case #76369 IPv6 - Provider clearing of WAN PPPOE connection (randomly) did not
change the old IPv6 prefix (RFC 7084)

0 Case #77379 Implementation of the Quectel EC20 4G module
0 Case #78190 New Products PBX Plug 212 and PBX Plug 602 ( STEP 1)

o Case #78811 adding flexibility in case of misconfiguration of option 121: the router

shouldn t ignore the option 3

New option added to the following commands:

CLI(config-if)> ip dhcp client opt121-default-route

CLI(config-if)> no ip dhcp client opt121-default-route

o Case #78909 Vodafone Ge Phase 3 CWMP Requirements

0 Case #79503 Monitoring USB errors and Sierra Wireless resets over time through
CLI and Trap

The output of the command 'debug usb show-connected-devices' has been extended with
the statistical information related to the USB errors.

0 Case #79952,83217 Implementation of SIP302 to RE-INVITE conversion
0 Case #79957 No AOC sending over DSS1

Following CLI node has been changed:

dialpeer/voice/voip/sip-aoc-ie

Set AOC Tx mode <cpk-generic | generic | xml | raw | pulse-charge> - default: cpk-generic

o Case #80165 Call forwarded to offnet from ALU IP PBX connected to CNG does not

have speech path

0 Case #80271 SIPConnect R130 Work Package Phase 6 : Call Forwarding feature -
SIP Connect CRO1

Following CLI nodes have changed:

dialpeer/voice/voip

(voip)>call-forwarding ?

15
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<mode> - call-forwarding mode <default | local | relay> (default:default)
forwarded-ip - forward call to the received address in local mode
sip-gateway

(sipgw)>call-forwarding ?

<mode> - call-forwarding mode <local | relay> (default:local)
forwarded-ip - forward call to the received address in local mode
sip-server

(sipserv)>call-forwarding ?
<mode> - call-forwarding mode <local | relay> (default:local)

forwarded-ip - forward call to the received address in local mode

0 Case #80560 MIB: Update of LBB Platform - PBX Plug 602 and 212 idem FR 80575

new Product evolution

o0 Case #80575 OID oacOneOsDevices in MIB ONEACCESS-GLOBAL-REG must be
modified to handle all LBB devices

o0 Case #80805 VIA headers values separeted by commas should be splitted into

different Via Headers

Following CLI node has changed:

sip-gateway
(sipgw)>header-separated-with-comma

help: record-route,route,service-route,via SIP headers separated with commas

0 Case #80864 SIP 302 handling with identical called number and new forwarded
IPPBX in the contact header

o0 Case #81095 V36Q voice level

0 Case #81216 Availability of IP QoS congestion-management for new packages
(MULTI_IBC_FT)

0 Case #82273 In PPP Authentication, extension of the #mac<i># usage wherever the

string is positioned

0 Case #82326 (ONE42x Only) Enabling of Cache Forwarding with current
enabled/compatible services through CLI - default is OFF. Under License SP-
FWD=1

o New command has been added to enable the appriate license:

licence activate sp-fwd

o0 Case #82485 Behavior change: SIP NAT activation on All interfaces is no more as

default - but activated with CLI. Default is now voice-related interface

voice-global

Software Release Note
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sip nat interface ?

interface - Set the NAT behavior for SIP: 'any' when set to any interface, otherwise the
dedicated interface is taken into account [default:default].

o0 Case #84209 Enabling the display of message in the login-banner provided by
TACACS+ server for TELNET and CONSOLE

V5.2R1E5
0 Case #49483 SIP AOC Teles implementation
0 Case #70168 [MULTI - LBB230] Routing on the second core like LBB320/310
0 Case #70532 Conditional PBR

New option added to the following commands:

CLI(cfg-prmap-c)> set interface <type> <unit> [track<object>]

CLI(cfg-prmap-c)> set ip next-hop <ip-address> [track<object>]

0 Case #71252 Productclass and serialnumber suffix on default-username are not

available in the virtual Template PPP
0 Case #72129 Input for auto-update username & password

New CLI is implemented to enter username and password:

1) vxTarget(cfg-update)>username
username password

2) vxTarget(res-update)>username
username password

3) vxTarget(tar-res-update)>username
username password

4) vxTarget(sw-update)>username

0 Case #72334 CLI Users created in V5.2 can't be used in V5.1

Following CLI has added to check with which format users have been created:

show password

0 Case #73676 VQM Project Delivery

Following commands have been added:

[no] memory/free/low-watermark
[no] vgm
add node alarm-server
record
shutdown

add node no alarm-server

17
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shutdown
show/voice/vgm/statistics

clear/voice/vgm/statistics

0 Case #74671 Add a Gb SFP on the One425

Added SFP configuration parameters below interface gigabitethernet 1/0:

sfp <no negotiation>|<negotiation auto>

sfp duplex <auto|full|half>

sfp flowcontrol <on|off>

0 Case #74672 VDSL2 daughterboard on the One700-2P
0 Case #74797 Log IPsec IKEv1l Up/Down Tunnel for legal purposes via syslog

Following events have been added:

event filter add ipsec ikevl phasel <event log options>
event filter add ipsec ikevl phase2 <event log options>
event filter add ipsec ikevl all <event log options>

event filter add ipsec ikev2 phasel <event log options>

event filter add ipsec ikev2 phase2 <event log options>

event filter add ipsec ikev2 all <event log options>

0 Case #74958 Include Authorization header into initial registration.
0 Case #74968 Possibility to read remotely the boot flags

Boot flag is printed in show system status output

0 Case #75439 Straighten Pseudo-random function to assure no-reproducibility

(between 2 devices and same device)
0 Case #75484 Creation of model ONE700 1PRI A/VDSL2
0 Case #75902 Creation of a MULTI/IBC package for the LBB231
0 Case #77134 10T with Ericsson IMS
0 Case #77375 Automatic creation of Probe-ID for PacketSmart.
0 Case #77822 MAC Filtering per SSID

Following commands have been added:

configure terminal
dotl1 acl-method <global | per ssid>
interface dotl1radio 0/0.[1-4]
acl-mode <deny | allow | none>

acl-add <mac-addr>

18
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acl-del <mac-addr>

Sets the mode of the MAC address filtering and add entries to the list
allow: MAC filtering only allows the MAC addresses in the access list (default behaviour)
deny: MAC filtering denies the MAC address in the access list
none: MAC filtering disabled
0 Case #78422 Fast-busy tone on ISDN ports

0 Case #78446 Cloud Apps (main feature)

A new extension to the match command has been adde to specify application instead of a
combination of ip, access-list, etc.

‘ CLI(config-cmap) > [no] match protocol <application name>

0 Case #78548 add transparent behavior for * in sip-uri (private and rfc2396)
o0 Case #78749 Voice level V36P
0 Case #78964 Support of the Sierra Wireless module MC7354 on the Onel1540

0 Case #79995 Possibility to override the maximum-connections value (default 10000)

at firewall level for all the policies/policy rules

Added command to override the maximum-connections value at policy/policy-rule level:

max-conns-override 'value' {percent}

V5.2R1E4
0 Case #66749 CLI: configuration of interfaces stored in sequential order (Part 2)
0 Case #72085 mapping display name FROM / PAI
o0 Case #73019 Evolution of CLI "http-server user add ..."

The current CLI "http-server user add" is modified as below:

http-server user add <username> {<password> | serial-number} <access-level> [invite-
password-change] [already-encrypted] [if-match-password <password>]

When "serial-number" keyword is entered the password value will be set with string
available in the serial number field of PIA

The change of password will be done only if "if-match-password" keyword is present and if
current password matches the <password> value for related <username>

0 Case #73511 Support of CNAME for ISDN protocols

The following command has been modified to: (Same for BRI)

interface pri 5/<x>
isdn
operator { euroisdn | euronumeris | 4ess | 5ess | dms100 | ni2 | hkbn }
[no] cname-encode-method { protocol | raw-disp }

exit
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exit

0 Case #73636 TR-69 “Product-Class” extension with WiFi-DB presence and

‘Commercial-name’ (PRQ v1 + v2)

Following CLI is enhanced

CLI(cwmp)>product-class-specification <specification>

<specification> - options: cert-or-mb-type|mb-type|product-name|mb-type-w|commercial-
name

o0 Case #73680 SIP phone provisioning on Proxy package
0 Case #73948 IBC: Follow-me fails in unloop mode

0 Case #73976 IBC - Follow-up of PR#53307: call transfer initiated from ibc are not

unlooped
o Case #74107 [VQM] WP1 - VQM Event - Second leg implementation

Following commands have been added to enable VOQM reports :

conf terminal

vgm
record <rfc6035 | rfc6035-extended>  default command is rfc6035
[no] alarm-server <host | @1P>
[no] shutdown

exit

exit

For VQM statistics, following commands have been added:

clear voice vgm statistics

show voice vgm statistics

0 Case #74161 Enhance the 3G-defect defense by giving the possibility to deactivate it
by CLI - default is activated (if 3G module is present)

Following CLI commands have been added:

configure terminal interface pstn outgoing-call cellular-radio power-on-detection reset after
<minutes>

- range for <minutes> = 5-65535
- The device will reset after configured minutes if no module is detected.
configure terminal interface pstn outgoing-call cellular-radio no power-on-detection reset
- The device will never reset if no module is detected.
configure terminal interface pstn outgoing-call cellular-radio default power-on-detection reset

- Reset to default behaviour : <minutes> =5

0 Case #74396 interfaces not displayed in order while running statistics
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0 Case #74784 New IPPhone for IBC: Mitel 6867i replaces Aastra 6755i
0 Case #74884 MWI on FXS ports - Need to support illumination via application of 90V

Following CLI change has been introduced:

voice-port 5/<n>

CLI(voice-port)> analog-mwi { disable | enabled } [on-hook-only | specific-tone-only | vmwi-
only | vmwi-tone] [notification | transition] [date-time | message-id | calling-type | visual-ind |
num-msg | all]

0 Case #75909 Hook flash services with FXS

Following command has changed:

voice-port 5/<n>
analog-user-profile <non-intelligent | intelligent [recall-only | profilel] >
max on dialing-timer was also increase from 30s to 200s

<dialing-timer> - Set VOIP dialing timer: 1..200 (in sec.) default : 10

0 Case #76038 SBC_NANO with trunk-group non-pilot number not allowed to place
outgoing calls IPPBX to PSTN

0 Case #76440 Call transfer using on hook not working

Following command has been added:

dial-peer voice voip <index>

CLI(dp-voip) [no] sip-hold-on-refer

0 Case #76938 Enable tracing for usage of Packet Fragmentation outside tnet
0 Case #76945 Unlimited dial tone for second call

Following option has been added:

voice-port 5/<n>

analog-user-profile <non-intelligent | intelligent [recall-only | profilel | profile2] >

0 Case #76953 New CLI command to force the signal level when the CIDCW occurs

o0 Case #77406 Use local memory pool instead of common memory pool in IP
fragmentation

0 Case #77819 Add command to include Interface-core (EAH Apps) into ZBFw zones

Following command has been introduced:

interface core 1

[no] ip firewall zone

o0 Case #78003 SIP Gateway is required to support the Virtual-Ethernet Interface.

Virtual-ethernet interface has been added to sip-gateway and sip-server:

sip-gateway
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gw-interface virtual-ethernet 1 intrusive monitoring dialer-watch-list toto
no shutdown
exit
sip-server
interface virtual-ethernet 2 intrusive monitoring dialer-watch-list titi
no shutdown

exit

V5.2R1E3
0 Case #69226 Show statistics tacacs per server

2 cli commands are added:

show tacacs [vrf vrf_name]

clear tacacs [vrf vrf_name]

0 Case #70383 Possibility to store the SNMP v3 users in a separated file (default) or in

the configuration

This new CLI has been added:

vxTarget(configure)>snmp user-store

< storage-type> - Storage type: <file | configuration>

Added below new key word for all SNMP V3 user creation

<key-encryption> - Key encryption: clear-text (to be encrypted) | encrypted

Example:

vxTarget(configure)>snmp user usrAuthPriv_sha aes 256 grpAuthPriv v3 priv aes 256
d53994005e8f031ae98a1353abbe93a82b33a9b2fb7772b34a34ac882cf57496

<key-encryption> - Key encryption: clear-text (to be encrypted) | encrypted

<cr>

0 Case #72637 ONE425 Fiber
0 Case #73944 ONEA425 Fiber variant with 4BRI 4 FXS ports

0 Case #73960 Increase Router protection when memoy is too low for instance with

large # of Routes - Phase 2.1 - memory water mark

New CLI command added:

memory free low-watermark <threshold low> <threshold_high>

0 Cases #74246, 74360 NetControl (QoS Framework) enhancements
0 Case #74618 Force End of dialling when detecting in-bloc during an incoming call

Following command has been added:

interface pri 5/<n>

Software Release Note

22




isdn
[no] incoming-dialing-inblock
exit

exit

0 Case #74784 New IPPhone for IBC: Mitel 6867i replaces Aastra 6755i
0 Case #74855 ONE425 A/VDSL2 4B4V Wn

o0 Case #75095 Get configurable the maximum length of Called Number to be sent to
the PRI PBX

Following command has been added:

interface pri 5/<n>
isdn
[no] called-nb-max-length <nb>
exit

exit

o0 Case #75304 One425 with AVDSL and Fiber

0 Case #75644 Systematically put IP address of the user in remote address field of
TACACS request packet

0 Case #76388 allow BGP neighbor disable-connected-check

New Cli:

‘ [no] disable-connected-check

0 Case #76435 VDSL Firmware V154
V5.2R1E2
0 Case #62331 Phonebook on Aastra phones

0 Case #65583 RFC4040: OA overwrites SDP of incoming INVITE with his own
payload type

Following command has been updated:

CLI(sipgw)> [no] payload-64k-unrestricted <96-127> [10 | 20] [nb-redundancy <1-3>
redundancy-payload <96-127>] [asymmetric-payload | symmetric-payload]

where:

asymmetric-payload (default parameter): The UDI-64K is sent to remote according to the
remote capacities, and the UDI-64K is received according to the programming as indicated
in the SDP during the call establishment.

symmetric-payload: The UDI-64K is sent to remote endpoint and received according to the
first offer (remote capacities or programming). This can apply when answering to a call
initiated by the remote side.

0 Case #66090 Counters in show policy-route-interface are common to policy,
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whatever the interface it is applied on
0 Case #69360 Congestion management issue on PBXPlugV2
0 Case #70312 Support of FXS-160 daugther boards on ONE100D
0 Case #70419 Package PROXY for ONE1560 with Sizing ONE90
0 Case #70420 Enable SIP Proxy in MULTI Package (ONE2510) with ONE90 sizing

0 Case #72951 Support of ISDN D-channel assignment & B-channel Allocation
Direction

Use the following command to assign the D-channel TS on the PRI interface. To remove this function
and set the default behaviour, use the no form of the command.

‘ CLI(isdn)> d-channel <timeslot>

where “timeslot” is a number from range [1-24] for T1 and [1 — 31] for E1 with default "d-channel 16"
for E1 and "d-channel 24" for T1

The coherence is done during the “no shutdown” command.

Use the following command to select the direction of the B-channel allocation for calls initiated by the
ONE700 to the ISDN network when the ONE700’s port acts as NT interface. To remove this function
and set the default behaviour, use the no form of the command.

‘ CLI(isdn)> bchan-number-order {ascending | descending}

The commands can be changed only when the ISDN interface is in “shutdown” status.

0 Case #73168 early media not hear / no isdn setup ack when receive setup in block

mode without A1 sending complete in ETSI mode

A new command is added to send back SETUP ACK instead of CALL PROC when route match on
dialing without Sending Complete in other case than overlap

interface pri/bri 5/x
isdn

[no] force-setupack ! route match on dialing without Sending Complete will force sending
back a SetupAck message i.0. a regular CallProc message.

0 Case #73408 SIP status code change request: 480 to 486 and 500 to 480

Following commands have been added:

voice-global
[no] map-g850-profile <n>

[no] g850-cause <code-id> q850-cause <code-id>

To configure the profile used by a voice-port, set the following command. To disable the code-to-code
mapping, use the no form of this command.

voice-port 5/<x>

[no] map-g850-profile <n>

0 Case #74512 for bridge as well B2B & Enhanced-B2B, re-register-after-invite-403

CLI command shall force sip-gateway to go to registering state for a 403 on
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Invite_ RQ

0 Case #74513 For sip-proxy bridge, host portion of received P-Asserted-ldentity shall

be translated to defined device-host-name
0 Case #74761 Enable tracking of static route inside a VRF (IPv4 - Phase 1)

All CLI commands for configuring and removing IPv4 routes in VRF are modified to take “track” as an
additional parameter.

0 Case #75063 hostname is missing in IPv6 options
0 Cases #75668, 66334 EEMv2 Phase 2

Following commands have been added:

CLI(config-applet)> event [ tag <event-tag> ] sysl og pattern <regular-
expression> [ priority <priority-level> ][ severity <level>]

CLI(config-applet)> event [ tag <event-tag> ] timer { countdown tine
<seconds> | cron cron-entry <cron-entry> | wat chdog ti ne <time-value> } [
name <timer-name> ]

CLI(config-applet)> acti on <label> cli command <cli-string>

CLI(config-applet)> action <label> regexp string-pattern string-input [
string-match [string-submatchl] [string-submatch2] [string-submatch3] ]
CLI(config-applet)> action <label> add <variable-name | integer >
<variable-name | integer >

CLI(config-applet)> action <label> mul tiply < variable-name | integer >
<variable-name | integer >

CLI(config-applet)> action <label> substract < variable-name | integer >
<variable-name | integer >

CLI(config-applet)> action <label> set <variable-name> <integer |
variable-name>

CLI(config-applet)> acti on <label> i f $_regexp_result { eq| gt | ge | It |
le | ne } <string-op-2> got o <label-2>

CLI(config-applet)> acti on <label> t hr eshol d <threshold-name> alarm {set |
clear} $_regexp_result { eq | ot | ge | It | le | ne } <string-op-2>
[occurs <n>] got o <label-2>

CLI(config-applet)> acti on <label> put s <string>

CLI(config-applet)> acti on <label> syslog [ server <a.b.c.d> | X:X:X:X::X |
hostname] [ priority <priority-level>] Mg <msg-text> facility <string>

0 Case #75786 IMA over E1 / min_active_links should be able to be setto 2
« V5.2RI1E1

0 Case #59126 DHCP Request Unicast replace DHCP Discover Broadcast (after
down/up ETH flap)

CLI added:

\ [no] ip dhcp [vrf <vrf-name>] client auto-restart eth

o0 Case #69771 BFD and static routes

BFD will not track the static routes with next hop type gateway and this nexthop address
match the BFD neighbor address.

o Case #71738 "switchport vlan mapping remove" does not keep cos bits downstream
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0 Case #72497 Insufficient Flash disk space to support software upgrade from OPV

0 Case #74003 New CLI command required to activate the new DHCP pool behavior in

case of DHCPrequest for blank binding database

CLI added:

\ [no] nack-on-request”

0 Case #74534 IPSec performance improvements for ONE1540/LBB230 devices

Improved usage of crypto HWA by:
performing encryption and authentication in a single pass
offloading authentication checks in ESP to the HWA

0 Case #74565 Add Software License Management

Following commands have been added:

license key add <key_string>

license key remove [ <key_string> ]

show license key

V5.2R1C13
0 Case #59764 Support for SIP Session Timer RFC 4028

Following commands have been added:

dial-peer/voice/voip/

[no] sip-session-refresh

sip-gateway

[no] sip-session-refresh

sip-server

[no] sip-session-refresh

o Case #65679 Time slots configuration on PRI / possible PRI sub-interface to be used

for voice-routing

Following commands have been added:

interface/bri/isdn
[no] channel-group
channel-no

timeslots

interface/prif/isdn
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[no] channel-group
channel-no

timeslots

0 Case #68091 RTCP-XR development

Use the following CLI commands to enable/disable this feature:

Dial-peer voice voip <n>

sig-protocol sip

[no] rtep-xr-report { method <notify | publish>} { collector <host | @IP> }

0 Case #70339 tacacs-server key doesn t allow keys longer than 46 characters

Following command has been updated to identify the server:

tacacs-server { <ipv4-address> | <ipv6-address> | <host-name> } [<auth-port>] [<key>]
[clear-text | encrypted] [timeout <1-600>] [<interface> <unit>] [vrf <vrf-name>] [index
<index>]

tacacs-server-key <index> [<key>] [clear-text | encrypted]

0 Case #70396 SIP Register Authentication Behaviour

To enable/disable this feature, the new following CLI has been added:

voice-global

[no] sip-reg-refresh-opaque

o0 Case #70937 Support of 30 “dial-peer voice voip” interfaces

In the following commands, the range has changed from 0..7 to 0..30

dial-peer/voice/pots/implicit-routing
voip [0..30]
voip-group [0..30]

[no] dial-peer/voice/voip [0..30]

dial-peer/voice/voip/implicit-routing
voice-group [0..30]

voip [0..30]

voice-routing/route/

dial-peer voip [0..30]

voip-group [0..30]

0 Case #71821 ISDN/SIP IWF - P2M - SO bus # CNG shall release accepted Call-

without-channel Call-Leg

27

Software Release Note



Following commands have been added:

interface/bri/isdn

[no] connection-without-channel

interface/pri/isdn

[no] connection-without-channel

0 Case #72489 Requested extension of CLI command sip-gateway user-agent

Following command has been added:

sip-gateway

user-agent include string field1 <> field2 <> field3 <>

o0 Case #72553 Auto-Update cannot access PPP login credentials of cellular controller

profile

Added auto-update / use-ppp-login cellular

0 Case #72932 SIP Trunking via SIP P-ASSERTED-ID header

Following command has been changed:

dial-peer/voice/voip/trunking-mode

add for parameter mode: p-asserted-id

add node incoming

o0 Case #73072 EEM v2-Phase 1

Following new actions and event got added:

action if
action else
action end
action add
action multiply
action set
event timer

action regexp

action if goto

0 Case #73460 MAC address table Timeout

The following command has been added:

‘ [no] bridge-group mac-learning aging-time <time in seconds>

0 Cases #73646, 73975 Integration of the Lantiq VRX268 v151 firmware
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Updated Lantig VRX software to version: T2970/00151 06/10/14 11:37
The software contains the following FW versions:
- POTS: VDSL FW 567B06, ADSL FW 563B11
- ISDN: VDSL FW 565606, aDSL FW 567002
0 Case #74013 Voice level V36M
¢ V5.2R1C12
o0 Case #66370 Radius request does not use specified Loopback source interface
0 Case #66749 Configuration of interfaces stored in sequential order

0 Case #67154 Performance on LBB140 on VDSL is not achieving 30/70 Mbps with
CFW and QoS

o0 Case #68813 Increase Router protection when memoy is too low for instance with

large # of Routes

Added the CLI option to restart the neighbor during max-prefix condition.

neighbor {ip-address | peer-group-name}

maximum-prefix maximum [threshold] [restart restart-interval] [warning-only]

0 Case #69398 Cellular modem resets triggered due to network issues does not work

and statistics are also not visible on LBB4G

. "show system statistics cellular 0" now shows the following extra statistics:
Module reset statistics

manually triggered resets : 0

_ini state timeouts : 0

_mslinfo state timeouts : 0

internal HWR driver errors : 0

(U)SIM invalidations : 0

unsolicited resets : 0
. "show cellular-radio network" now shows the following extra statistic:

Unknown reset of modem : 0

. "show cellular-radio network" now actually counts the "Hardware reset of modem" statistic

o Case #69688 Wifi automatic channel selection (among channels 1, 6, 11) -

complement
o0 Case #69739 Remote SSH command
o Case #69838 Build On Demand instrumented versions

o0 Case #71282 PCI DSS compliancy : New Events reporting Logging attempts to the
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Device

Added new CLI to enable logging for login success/failure
Syntax of CLI as follows:
Onel00D-CPE(configure)>

login - Logging for login accounts
Onel00D-CPE(configure)>login

on-failure - Logging for failed logins

on-success - Logging for successful logins
Onel00D-CPE(configure)>login on-success

log - Enables/Disables logging for login accounts
Onel00D-CPE(configure)>login on-success log
<Cr>

Onel00D-CPE(configure)>login on-failure

log - Enables/Disables logging for login accounts
Onel00D-CPE(configure)>login on-failure log

<cr>

0 Case #72033 CWMP - Multiple trigger monitored-interface # To be taken in account,
defined trigger monitored-interface shall detect an "Received known activation IP"

event

(cwmp)>

(cwmp)>

source-crurl - Source interface for ConnectionRequestURL
(cwmp)>source-crurl

<if-name> - <ethernet | fastethernet | loopback | null | bri | bvi | gigabitethernet>

(cwmp)>

o0 Case #72914 EAH for ONE92

EAH Support for one92 boards: SATA device support and memory mapping change.
Introduction of Qflex
Only oaLinux 3.2.6 is compliant with this release.

0 Case #73072 EEM v2-Phase 1 (applet exec on timer event, pattern matching in cli

ouput, condit. exec within an applet) (Partial)

0 Case #73451 new Device ONE525-2V (2FXS, 2ndCore for PacketSmart, 60 calls,
100 Kpps) (OneOS Part)

V5.2R1C11

0 Case #47190 Possibility to redirect a show tec-sup in a file on the flash
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Added new file option for CLI command "show tech-sup"

command: show tech-sup

file - Uses file to store the result on the flash.
Case #65333 SIP-NOTIFY with “CHECK-SYNC” or “RESYNC” event

(0]

A new CLI command is introduced

sip-gateway

[no] resync [conf-changed-only]

The optional parameter < conf-changed-only> indicates:
if present the router will only reboot if any of the files listed in the device configuration have
changed on the HTTP server when notify is received.

if absent the router will reboot when the notify is received.

o Case #66440 MIB GDOI

0 Case #67035 SNMPvV3 - Encryption algorithms

New CLIs to support 3des, AES encryption protocols are added.

Example:
1. Privacy parameter configuration for Normal users based on default Engineld.

snmp user testu testg v3 priv
3des - Use 168 hit 3DES algorithm for encryption -- New Addition

aes - Use AES algorithm as encryption algorithm -- New Addition

des - Use DES algorithm as encryption algorithm

2. For updating the privacy protocol params based on the Remote Engineld / IP address, i.e

for V3 Informs
vxTarget(configure)>snmp user testu testg v3 remote ip-address 10.4.32.219 priv

3des - Use 168 bit 3DES algorithm for encryption -- New Addition
aes - Use AES algorithm as encryption algorithm -- New Addition

des - Use DES algorithm as encryption algorithm

0 Case #67067 xconnect-qos-map supports IPV6

0 Case #67933 Request to have the command sip-183-alerting available again to

resolve an no dialtone issue with old PBX

Following commands have been added:

Configure terminal/interface/bri/isdn
[no] progress-inband-when-rx-callproc
Configure terminal/interface/pri/isdn

[no] progress-inband-when-rx-callproc

0 Case #68091 RTCP-XR development
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Following modifications have been done on node Configure terminal/dial-peer/voice/voip

Add node [no] rtcp-xr validate the sending of RTCP-XR trames

Add node [no] rtcp-xr-report validate the sending of RTCP-XR statistics to SIP
Add parameter method <publish|notify>
Add parameter collector address where Voice Quality Report will be sent

Add parameter local-grp string up to 120 characters

Add parameter remote-grp string up to 120 characters

0 Case #68093 Option 160 for auto-update

Following command has been added in Configure terminal/auto-update

\ [no] learn-url \

New command introduced under auto-update>resource-update:

‘ MyTestRouter(res-update)> post-update-action applet <id> ‘

The command above executes an EEM applet after successful completion of the resource
update. For the time being, the EEM applet named ‘auto-update’ is always called and the
<id> parameter is a dummy parameter with no effect.

0 Case #68245 IANA port in NetAPM

The existing flow exporter CLI command has been updated:

flow exporter
option application-table timeout <short>

exit

<short> parameter is an optional parameter.

0 Case #68693 support of new AVDSL-Lantiq R7 FW (“T2972/00147 24/06/14 13:26")

Support for VDSL upstream retransmission according to G.998.4

The file Itq_vr9.bin should be placed in the /BSA/binaries directory to overrule the VRX
firmware built into OneOS (when a firmware is built-in)

The retransmission parameter already exists for both adsl and vdsl, with independent
action. For adsl, it can only be set for the downstream direction. For vdsl, it can now also be
set for the upstream direction. To set back to its default, use the default keyword, where the
next keyword upstream or downstream is now mandatory.

C11 is still compatible with previous OneAccess AVDSL-Lantiq Rx firmware.

Default value is disabled. Syntax (adsl or vdsl):

interface adsl
retransmission downstream <enable | disable>
default retransmission downstream

interface vdsl
retransmission downstream <enable | disable>
default retransmission downstream

interface vdsl
retransmission upstream <enable | disable>
default retransmission upstream
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0 Case #69217 AAA Authentication request to include Vendor ID

0 Case #69360 Congestion management issue

Moadifications in node Configure terminal/sip_gateway:

Add node [no] timer

Add node receive_rtp timer of no receive rtp packets

Add parameter duration

Software Release Note

0 Cases #69455,69811,69812 SIP over TCP and SIP TLS with SRTP
(authenticated SIP negotiation and secure voice calls)

[These functionalities should be considered as Beta: not fully validated]

Part 1
*** sjp-gateway node ***
callsig-port <port> (default: 5060) *** existing pa rameter for udp listening port ***
tcp-callsig-port <port> (default: 5060) *** (tcp li stening port)
tls-callsig-port <port> (default: 5061) *** (tls i stening port)
sip-transport <udp|tcp|tls> (default udp) *** (when sip-transport udp is selected,
command is not displayed)
tcp-release-timeout <10 — 86400> , default: 30 *** (keep-alive timer for opened tcp
connection — applies for tcp and tls mode )
*** sjp-server node ***
callsig-port <port> (default: 5060) *** existing pa rameter for udp listening port ***
tcp-callsig-port <port> (default: 5060) *** (tcp li stening port)
sip-transport <udp|tcp> (default udp) *** (when sip -transport udp is selected, command
is not displayed)
*** di al - peer voice voip node ***
[no] registration-on-tcp-failure [default: no] ***
sip-transport <udp|tcp|tls> *** (sip-transport comm and is always displayed)
no-sip-transport (default) *** (means that sip-tran sport in sip-gateway node will be
considered)
N.B.:sip-transport tls CANNOT be applied when
first and sole occurrence in the whole config
corresponding SIP Stack is in a "no shutdown" stat e. In that case, a warning message
will be delivered.
tcp-release-timeout <10 — 86400> , default: 30 *** (keep-alive timer for opened tcp
connection — applies for tcp and tls mode )

Part 2
*** sjp-gateway node ***
sip-tls
authentication <unilateral|mutual|none> (default: unilateral)
pki-profile <basename>
re-handshake [0..86400] (default 0 = no re-handsha ke)
version <all|ssl3|tIs1]|tls11|tls12> (default all)
[no] certificate verification validfrom [auto] (def ault auto)
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[no] certificate verification validuntil [auto] (de fault auto)
exit

*** di al - peer voice voip node ***

sip-tls

authentication <unilateral|mutua|none> [default: u nilateral]
pki-profile <basename>

re-handshake [0..86400] (default 0 = no re-handsha ke)

vers